How to bind the gsm gateway ports with PBX sip extension

Step 1: enter the gateway via web and establish a sip trunk connecting to the PBX.
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Edit SIP Endpoint "GsmRouter”

Frée Commun

| Main Endpoint Settings |

Name:  [GsmRouter |
UserName:  |gsm | [ Anonymous
Password: |- |
Registration: | Mone

Hostname or IP Address:  [T172.16.8.164 | ———p the IP or hostname of PBX

Transport:

]

| ' Advanced:Registration Options |

[P call settings |

| Save | | Apply | | Cancel |

Warning: the registration have three modes from which you can choose one: none,
this gateway register with the endpoint, the endpoint register with this gateway.

Step 2: Open the PBX via web and create a sip trunk connecting to the gateway.
Outgoing Settings

Trunk Mame: gsm

PEER Detazils:

host=172.16.33.55
username=gs3m
Fecret=gsm

type=friend
f[context=rfrom-internal |

or



Outgoing Settings

Trunk Name: gsm

PEER Details:

|host=172.16.33.55 | gateway IP
uZername=gsm

secret=gsam
type=peex

Incoming Settings

USER Context: from-internal
USER Details:

hoszt=dynamic
USEername=gsIm

secret=gsm
type=user
|context=frnm—internal |

Step 3: create sip extensions for the PBX.

Voicemail Monitoring Batch Configurations Conference Flash Operator Panel VoIP Provider
—
= .
Add an Extension Add Extension

16400 <16400>

16401 <16401>
Device gsm-1 <16466372>
gsm-4 <16466375>

Please select your Device below then click Submit

sm-5 <16466376>
Device Generic SIP Device v 9
gsm-6 <16466377>
gsm-7 <16466378>
gsm-8 <16466379>

Submit

es

Step 4: go to the gateway and create the routers:
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OpenVox Solution

Move  Order  Rule Name From To [~ Rules Actions
@ 1 out-1.1 sip-GsmRouter gsm-1.1 8f;}ﬁpﬁasgﬁrg72] ‘Z‘ \z‘
@ 2 out-1.4 sip-GsmRouter gsm-1.4 8‘:}{,—?2}%’;75] @ E‘
@ 3 out-1.5 sip-GsmRouter gsm-1.5 gﬁ}ﬁgggg’;Ml @ E‘
@ 4 in-1.6 gsm-1.6 sip-GsmRouter ‘i‘ ‘i‘
$ in-1.7 gsm-1.7 sip-GsmRouter ‘ 2 H ® ‘
;@ 6 in-1.8 gsm-1.8 sip-GsmRouter 1 V4 H b4 ‘



(1) bind the gateway port when you call out. Please set the outgoing router like
picture below.
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Modify a Call Routing Rule

[ call Routing Rule |

Routing Name: out-1.1

cancomes nFon:

([ Advance Routing Rule J

Dial Patterns that will use this Route

(|pre D+e 10 pa 116466372 1 %

| + Add More Dial Pattern Fields |
Notice: only the sip extension 16466372 coming from the trunk GsmRouter can
use this route. In this way the call coming from sip extension 16466372 will be

sent via gsm-1.1 port.
(2) bind the gateway port when you call in. Please set the incoming route like below.

Modify a Call Routing Rule

W Call Routing Rule ‘

Routing Name: in-1.6

Send Call Through: |’_Gstouter v |

Call Comes in From: | [gsm-1.6 M |

\ ) Advance Routing Rule ‘

Dial Patterns that will use this Route

| + Add More Dial Pattern Fields |

Time Patterns that will use this Route

Timetostart: |- v |:[- v Week Day start: |- v Month Day start: |- ¥ |
Time tofinisn: - v|:[- v | Week Day finish: |- v Montn Day finish: [- v |

+ Add More Time Pattern Fields

Change Rules

Set the Caller ID Name to

| Forward Number 16466377 | —

the-sip-extension you want to bind with gsm-1.6 port

Notice: in this way, when you call the gsm-1.6, the call will be sent to sip
extension 16466377 via sip trunk GsmRouter.

Step 5. make a call to test it



